
GEN�3102A03
Network	LED	Clock
—

The	GEN�3102A03	is	a	network	LED	clock	unit	with	DC	and
PoE	power	options.	It	suppo"ts	direct	SIP	or	VMS	calls,	up
to	20	multicast	streams,	and	stores	20	audio	files.	It
includes	p"io"ity	management,	timers,	and	customizable
events	(via	HTTP	API0	and	can	connect	up	to	two	exte"nal
constant	impedance	speakers,	ideal	for	schools.

MAIN	FEATURES

LED	dot	mat ix	lighting	technology

The	GEN�3102A03	uses	20	8x8	LED	dot	mat"ix	modules,	providing	unifo"m	lighting	and	a	viewing	angle

of	up	to	180°.	It	has	a	built-in	high-precision	RTC	clock	circuit	that	suppo"ts	time	synchronization	via	an

NTP	se"ver.	In	standalone	mode,	it	displays	the	time,	and	when	connected	to	a	se"ver,	it	can	function

as	an	info"mation	te"minal	to	display	text	messages.

Local	audio	file	storage	and	playback

The	device	has	built-in	storage	that	suppo"ts	up	to	20	audio	files	(total	capacity	of	80MB0,	which	can

play	WAV	and	MP3	fo"mats.	It	suppo"ts	va"ious	playback	modes,	including	scheduled	playback,	repeat,

and	inte"val	playback,	making	it	ideal	for	applications	such	as	timed	announcements	and	emergency

broadcasts.

Suppo ts	microphone	attachment	for	call	expansion.

The	device	is	compatible	with	an	optional	microphone	attachment	8GEN�41010,	and	can	be	set	up	via	the

web	page	to	preset	a	specific	call	target	for	one-touch	dialing,	making	it	ideal	for	classroom	applications

and	similar	environments.
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Network	Paging	Gateway
—

SPECIFICATION
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Audio	Inte faces

Amplifier	Output
2;30W/8Ω（Use	DC	24V）
2;7W/8Ω（Use	POE/POE@）

Audio	Input A1,	Line/Mic	input	8Balanced,Switchable)

Input	Sensitivity �10dB8Line)	,	�20dB8Mic)

Frequency	Response 100Hz~20KHz

Bluetooth	Input A1,2.4GHz

Other	Inte faces

Power	Input A1,DC24V

Network	I/F RJ45	Connector,	suppo"t	PoE	IEEE	802.3af/at

Control	Input A2

Control	Output A1,Relay	output/DC12V	output	switchable

Reset	Button A1

Audio

Audio	Transmission Multicast	,	A208Editable)

Audio	Codec Opus,	PCMU	8G.711u),	PCMA	8G.711a),	G.722

Audio	Stream
WAV88/16/22/44.1/48	kHz	sampling	rate,	8/16	bits,	mono/stereo),
MP3832/44.1/48	kHz	sampling	rate,	64�320kbps,	CBR/VBR,	mono/
stereo).

Audio	Storage Max	20	audio	files,80MB

Audio	File	Fo"mat WAV,MP3

SNR J85dB

Microphone

Microphone Electret	condenser	microphone

Directionality Omni-directional

Installation	method Built-in

Sensitivity �45K3dB

SNR 58dB

Max	Input	Sound	Level 110dB8THD＜1%)



Network	Paging	Gateway
—
GEN-2001	is	a	POE	powered	network	broadcast	gateway,
which	can	convert	ONVIF	audio	stream	of	video	surveillance
platform	or	audio	stream	in	SIP	phone	system	into	multicast
stream,	and	can	also	convert	built-in	audio	files,	Bluetooth	input
audio	and	line	input	audio	into	multicast	stream.	In	addition,	it
has	rich	built-in	expansion	interfaces,	supports	control	input	and
output,	built-in	timer,	remote	API	(HTTP)	trigger	event
broadcast,	and	supports	sending	multiple	HTTP	command	sets
at	the	same	time.

SPECIFICATION
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LED	Display

Display	Color Red

Display	Character	Quantity 108Max)

B"ightness	Level 3	Levels

Network

Network	I/F 10BASE�T/100BASE�TX	,RJ45	Connector

Network	Protocol TCP/IP,UDP,HTTP,RTP,RTSP,ARP,ICMP,NTP,SIP,ONVIF,DHCP

Config	Method Web	Inte"face	or	DevConfig	Tool

Mechanical	&	Environment	Prope ties

Housing	Mate"ial Sheet	Metal,ABS

Color White,black

Working	Temp �10℃P@50℃

Humidity Q90%	RH	non-condensing

Mounting	Method wall-mounted	installation

Installation	Environment Indoor	Locations

Dimensions 366;123;55mm

Weight 1600g

Wa"ranty 2	Years	

ACCESSORIES

2A6pin	Te"minal(3.81�6P0

1APower	Adapter(DC24V/2.7A0/Optional

1	A	Installation	Manual



GEN-2001
INTERFACE	DESCRIPTION

GEN-3102A03

①Power	Input	
②RJ45	Connector
③Speaker	Output
④Ala"m	Output	Te"minal
⑤Ala"m	Input	Te"minal
⑥Line/Mic	Input	Te"minal

①
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GEN-2001
CONNECTION	DIAGRAM

GEN-3102A03

Network	Switch
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Phone

APPLICATION
The	GEN3102A03	Network	LED	Clock	suppo"ts	direct	calls	from	SIP	or	VMS	platfo"ms.	It	features	a

built-in	2;30W	amplifier	and	can	connect	two	8Ω	30W	speakers.	The	time	is	automatically	displayed

upon	sta"tup	and	can	be	synchronized	with	an	NTP	se"ver.	The	device	also	suppo"ts	exte"nal

microphone	attachments,	preset	call	targets,	and	one-touch	call	initiation,	making	it	ideal	for	school

environments.
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INSTALLATION
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